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AHHOTAIUA

IIpeamer ucciaenoBanus. PaccMOTpeH MeTo/ NMOJABICHUS IyMa MY3bIKH B MHOTOKaHAJIbHOW 3allliCH PEYEBOr0 CUTHaja,
OCHOBaHHBII Ha OLIEHKE IIYMOBOW MACKHM aKyCTHUYECKOM MOeblo. MeTon npuMeHseTcs A pealu3alud aBTOMaTHueCKOro
Pacno3HaBaHUs PEYH B YCIOBUAX IIyma My3blkd. MerToabl. MccaeioBaHue BBIIONIHEHO ¢ UCIOIb30BAHUEM aKyCTHYECKOMI
MOJIEIH, Peaan30BaHHON Ha HCKYyCCTBEHHBIX HEHPOHHBIX CETSX, M HATYPHBIX 3alMCeH, CICaHHBIX B YCIOBUSX peBepOepanum.
OcHoOBHBIE pe3yJIbTaThl. AKYyCTHYECKasl MOJIETb CIIOCOOHA OIIEHUBATh IITyMOBYIO MAacKy Ha MHOTOKaHAIEHOI CMeCH ISt pa3-
JIMYHBIX KAaHPOB MY3BIKH. [IprMeHeHne TO00HOM MAacKH AT OL[EHK! KOBapHAI[MOHHOI MaTPHUIEI B aJITOPUTME HallCTHBAHUS
MVDR (Minimum Variance Distortionless Response) crioco0cTByeT IOBBIIIEHHIO TOYHOCTH PACIIO3HABAHKS PEYN MIHHMYM
Ha 4,9 % Ha oTpe3ke 3HaueHui oTHOowmeHus curHaia-ym 10-30 nb. IlpakTHyeckas 3HAYMMOCTB. MeTo/] OLIEHKH IIapaMeTpoB
anroputMa MVDR Ha 0CHOBE OIICHKH IITYMOBOIf MaCKH aKyCTHYECKON MOJICITIBIO CIIOCOOCTBYET MONABICHUIO HECTAIIMOHAPHOTO
1IyMa, TAKOTO KaK HIyM My3bIKH, YTO yBEIHUUBAET POOACTHOCTh CHCTEM aBTOMAaTHUECKOTO PACIIO3HABAHHS PEUH.
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Abstract

Subject of Research. The paper considers a method of music noise reduction in a multichannel speech signal based on noise
mask estimation. The method is applied for automatic speech recognition in presence of music noise. Method. The study is
performed using an acoustic model implemented in artificial neural networks and real life recordings performed in reverberant
conditions. Main Results. It is shown that the acoustic model is capable of estimating the noise mask on a multichannel mixture
for different music genres. The application of such mask to covariance matrix estimation for MVDR (Minimum Variance
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Distortionless Response) beamforming algorithm results in increasing the recognition accuracy by at least 4.9 % at signal-noise
ratio levels of 10-30 dB. Practical Relevance. The method of MVDR coefficient estimation based on noise mask estimation
by an acoustic model serves to suppress non-stationary noise, such as music, thus increasing the robustness of automatic speech
recognition systems.
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[IpucyTcTBHe ryma My3bIKH Ha (JOHE pEUH AUKTOPA SBISETCS OJHUM M3 CAMBIX CIIOXKHBIX CITy4aeB JUIs CH-
CTEeM aBTOMaTHYECKOTO pacmo3HaBaHus peun (APP) mo mpuunHe kpaifHel HecTalOHAPHOCTH TTOMEXH. B momHoH
Mepe CIIPAaBUTHCS C 33a4eil KaueCTBEHHOTO TTOJABIICHUS 1IIyMa My3bIKH HECITOCOOHBI KaK KJIACCHUECKHE OIHOKA-
HallbHbIE METO/bI (HampumMep, GuiIbTp BuHepa), Tak ¥ ajanTHBHbIE MHOTOKAaHAJIbHBIC AJITOPUTMBI HallCIMBAHNS,
TaKUe KaK aJlrOpuT™M MUHUMyMa aucrepcuu mryma MVDR (Minimum Variance Distortionless Response).

[ToBbimenus kadecrsa APP B yciioBHsX 1IymMa My3bIKH BO3MOXKHO JIOOUTBCS, IIPUMEHSISI aKyCTHYECKHUE
MOJIEJIH, PeaIn30BaHHbIe Ha NCKYCCTBEHHBIX HEHMPOHHBIX CETSAX C MPHUMEHEHUEM METOJIOB ITyOOKOro oOydeHHsI.
Jast yomydnieHust pedr Ha MHOTOKaHAJIBHBIX 3aIMCSIX 32 MOCIEAHNE HECKOIBKO JICT ObUT IMTPEAJIOKEH Pl IOIXO0I0B
TIOBBIIICHNS] pOOACTHOCTH aJITOPUTMOB HALICIIMBAHMS TIPH IIOMOIIY OLIEHUBAHMS MX MapaMeTPOB aKyCTHYECKHU-
MH MOJICTSIMH, B YaCTHOCTH, OIlEHKa OMHApHOW ITyMOBOW Macku [1], peannzamus nerexropa peun [2], omenka
KOBapHALIMOHHOW MaTpHUIH [3] 1 K0 UIMEHTOB aNropuTMa HaIleTMBaHUs Hanpsmyto [4, 5]. B marHoi# pabote
TIPETIOKEH METOJl OLIEHKN peasbHOM NIyMOBOW MAacKH M MOACYETa KOBAPHAIMOHHON MaTPHIB! IS alropuT™Ma
MVDR.

Krnaccnueckas peanmsanus axroputMa MVDR ocymecTBisieTcs ciemyommmM oopa3om. [t BeKTopa cMmecH
curHaji-urym y(z, f) B odnactu kparkoBpemenHoro npeodpazosanus ®ypwse STFT (Short-Time Fourier Transform)
Ha JUCKPETHOM 4acTOTE / B MOMEHT BPEMECHH / HEOOXOIUMO OILICHUTh CUTHAJ quKTopa X(f, f). y(£, f/) — eCTh BEeKTOp
pasmepHocTH M (KOIHUecTBO MHUKPO(OHOR), a X(f, /) — ckaysipHas BenuuuHa. Anroput™M MVDR ocHoBbIBaeTCs Ha
YCJIOBUM HEHCKaXKEHHOTO IIPHEMa CUIHAJIA C [IeJIeBOT0 HarpaBieHus 0, 1 MUHUMU3aLUK o0Iel MOIIHOCTH HIyMa.
Pemienue 3aaun oNTUMHU3AUK IPUBOIUT K CIEAYIOLUIEMY COOTHOIIEHHUIO ISl BEKTOpa ONTUMANbHBIX BECOB [6]:

@, (/. (f)
b (D, (Hh()

rae W(f) — Becossle koa(punmentst MVDR; h, (f) — BexkTop HarpaBIeHHOCTH, OTIMCHIBAIONINN HAMpaBiIeHue 0,
JUTS PEILIETKH KOHKPETHOH apXUTeKTypsl; O, (f) — KoBapHallOHHAst MaTPHUIIA, TIOCYNTAHHAS HA CMECH CUTHAII-LITyM;
(-Y — spmuToBO conpsikeHne. OLEHKa CUIHAA BBIIOJIHAETCS C IPUMEHEHHEM BECOBBIX Kod(uumentos (1), kak
X(t, /) = WH(H)y(t, /). Ml IpeiaraeM oLeHHBATH KOBAPUALMOHHYIO MATPUILY Ha OLIEHKE IyMOBON KOMIIOHEHTEI C
IIPUMEHEHUEM LIYMOBOW MacKHU, OLIEHEHHOM aKyCTHY€CKO MOJEJIBIO.

J11st OLIeHKH 1IyMOBOW MacKH NPEJUIOMKEH MOAXO0], IPECTABICHHBIN B BU/IE IPUHLIUITHAIBHOM AUarpaMmbl
Ha pucyHke. Ha ocHOBe cMecH y(#, f) UL BceX 4aCTOTHBIX II0JI0C OLIEHUBAETCs IIIyMoBas Macka M, (%, f), 10 KoTopoit
B O1oke COV (covariance) oOHOBIAeTCS KoBapuanuoHHas Marpuna uit MVDR @, (f), npumenstomasics B (1):
®,,,(/) <50 NFH(1, ), e §H(1. £) = M,(t, (@, /).

st oOyuenust riyOoxoii Hetfiponnoi cetn DNN (Deep Neural Network) ncronb3oBanach 0a3za JaHHBIX
MHOTOKaHaJbHBIX 3auceil (¢ 66 MUKpO(OHOB) pedr TUKTOPOB Ha (POHE MY3BIKH OOIICH MPOJOIKHTEIEHOCTRIO 48
yacos. 13 nee 40 yacoB MCIIONB30BATNCH ISt 00ydeHHs U 8 — U1 TpoBepKH 3P dekTruBHOCTH MeToza. B 6aze co-
Jep>Kaoch 15 aHpPOB My3BIKU. 3aIFICH POU3BOAMINCH Ha 66-KaHATBHYIO0 MUKPO(GOHHYIO PEIIETKY B TIOMEIICHUH
¢ ypoBHeM peBepoeparin 10 T = 700 MC Ha pacCTOSIHUM 2 M 10 AUKTOPA. 3aIliCh My3bIKH U 3aITHCh PEUH TUKTOPOB
MIPOU3BOIMIINCE OT/IENBHO IPYT OT APYTa B UACHTUYHBIX aKyCTHYECKHUX yCIOBUsIX. CMEIIMBaHNE IPON3BOIUIOCH
HCKYCCTBEHHO Ha 33/IaHHBIX 3HaUeHUsX oTHomeHus curHan-myM (OCII) 10-30 nb. Jlnunaa okna STFT cocTtasnsina
512 orcuetoB co caurom 256 orcueroB. Ctpykrypa DNN i OlleHKH IIIyMOBOW MacKH: MEPBBIC IBa CKPBITHIX
ciost Tuna BLSTM (Bidirectional Long Short-Term Memory) ¢ xonuuectBoM stueek 256 n 600 cOOTBETCTBEHHO
n ¢pynkuueit Hemuaeitnoctn ReLU (Rectified Linear Unit); 3 ckpoiThiii ciioid monHocBsi3Hbl (Fully Connected) ¢
¢dbyHkuueit HemuHeHOCTH tanh U KoMYecTBOM siueek 256. Ha BXon HelpOHHO ceTH MmoJaeTcsi OJHOKAHAIBLHBIN

W)= (1

y(t7f) Mn(t’f) ®Vlﬂ(/) 'f(thf)
DNN cov MVDR

66 x 256 66 x 256 66 x 66 x 256 66 x 256

Pucynox. IlpuHinuanbHas AuarpaMMa MeToa OYMCTKY IIIyMa My3bIKH
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YaCTOTHBIN BCKTOD 1 x 256, B paGoqu PEKUME MOTYUCHUE MAaCKH TPOU3BOJUTCS ITYTEM l'[OCJ'Ie[[OBaTeJ'II:HOfI nogauun

B CeTh 66 YaCTOTHEIX BEKTOPOB CO BCEX KaHAJIOB 3aIllMCH.

[IpoBepka MeToxa MPOBOJMIIACH 110 METPHUKE MOCIOBHON TouyHOCTH pacno3HaBanus ACC (Accuracy).
Pe3ynbTaThl TeCTUpOBaHUSA MpecTaBieHbl B Ta0muie. 3HaueHust ACC( COOTBETCTBYIOT TOYHOCTH PaclO3HABAHUS
0e3 NpUMEHEHUs aJIropUTMa OYUCTKHU IryMa My3blki; ACC, — TOYHOCTH PacIO3HaBaHUs C IPUMEHEHUEM aJIro-
pHUTMa OYHMCTKH LIyMa MYy3bIKH. Pe3ylbTaThl OKA3bIBAIOT, YTO MPEICTABICHHBIH METO/l OYNCTKH IIIyMa MO3BOJISET
JOOWUTBCSI CYIIECTBEHHBIX YIyYIIeHUI TouHOCTH pacrno3HaBanus npu ypoHe OCII 10-30 ab ot 34 1o 4,9 %,

COOTBETCTBEHHO.
Ta6ﬂuua. Pe3yJ'H)TaTI)I TECTUPOBAHUS 110 METPUKE TOYHOCTHU paCllO3HaBaHUs pein
OCUI (1B) ACCO (%) ACCe (%) Ipupoct ACC (%)

10 37,58 71,80 34,22

15 52,92 71,84 18,92

20 61,63 72,40 10,77

30 67,84 72,74 4,90
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